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Notation Differences Between Notes & Oppenheim/Schafer: 

 

 

Notes Book Description 
T T Sampling Interval/Period 

Ω� Ω� Sampling Freq in Radians/Sec 

F� f� Sampling Freq in Hz 

��	
� � �	Ω� ��	
� � �	�Ω� Analog/Continuous input signal 

��	
� � ��	Ω� ��	
� � ��	�Ω� Analog/Reconstructed output signal 

Ω� Ω� Bandlimit of analog input signal 

����� � ������ ���� � ����� Digital input signal 

����� � ������� ���� � ������ Digital output signal 

��	
� � ��	Ω� None Any general periodic analog signal 

 	
� � !	Ω� �	
� � �	�Ω� Periodic impulse train (for sampling) 

�"	
� � "	Ω� ��	
� � �	�Ω� 
Analog input signal sampled by 

periodic impulse train 

#$	
� � %$	Ω� #�	
� � %�	�Ω� Analog reconstruction filter 

#���� � %������ %����� The digital filter (used to implement 

the analog filter) 

��	
� � ��	Ω� ��	
� � �	�Ω� 
Analog output signal when the 

digital filter is the “do nothing” filter 

%�	Ω� %&''	�Ω� The implemented analog filter 
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